M .
117588, MockBa, yn. ficHoropckas. Aa.5, ctp. 1 (a/s 63)
000 «<HOBOCUCTEM», Ten. +7 (495) 989-51-51

info@comagic.ru, www.comagic.ru
WMHH 7710311878, KNMN 772801001, OFPH 1037739054682

Hactpownka Grandstream DP715, DP710

1. Mogkntountb Grandstream Kk ceTu anekTponuTaHus, ceTeBon kabenb Kk pasbemy Network.

2. ObpaTtute BHUMaHue: TenedoHHast Tpybka B komnnekTe noctaskn DP715 yxe
3aperncTpvpoBaHa Ha 6a3oBor ctaHuuu. [1na pernctpaumm JONonNHUTENbHbBIX TPYOOK
Heob6XxoanMO BbINOMHUTL CreayoLwme Wwaru:

Hepimmre (?)
2. Howmute Heckoasko A (1) pozw (19) wau , ssibepure
Teaedoor-TpyBiky (TeaedooHHas TpyOKa)

3. Ane noaTeexASHMA HCD'CN\VTem (£) .

4. Hoxvmre reckoneko & (3)pas w () wam, seibepure
Peructpauuo.

5. Ars NOATEEPHASHUA HODIMUTE m (1.

é. Bulbepute "3apeructpuposats” u HoDKMUTE m 2

7. Cnomowpio & (1) wam ¢ (10) seibepure tpebyemeit
Basoesiit 6aok (1-4) 1 HooKMMTE m (7

8. Beepure PIN Bazosoro Backa (PIN cuctesmbl; NO yMOAYQHHIO:

0000) 1 Hc:ww\n‘re ]

Ha atom aTtane Ha gucnnee nosiBuTcs Haanucb «lepesarpysnTte 6asy». 310 HeobxoamMmo, Tak
KaK CTaHLUUS HAXOAUTCS B PEXMME permctpauumn HoBbix Tpybok. MNepesarpy3nTb 6a3y MoXHO
yepes Beb-MHTepdenc nnm KpaTkoBPEMEHHbLIM OTKIMIOYEHNEM NUTaHUS.

TenedgoH-Tpybka HavyHeT nomck 6as3oBoro 6roka u nocne ero obHapyxeHus —
3aperucTtpupyetcs. Nocne ycnewHom peructpaumm Ha gucnnee 0yaet oToOpaxeH pexum
rOTOBHOCTU, @ TaKKe UMsi U HOMep TenedoHa-TpyoKu.

3. [Ansa Bxoga B MeHIo MIHTepakTuBHbIX ['0nocoBbIx [Moackasok, Ha 3aperMcTpupoBaHHOM
TenedgoHe-Tpybke Haxmute ***. [Ina nonyyenns IP-agpeca DP715, sBeanTe onuuto 02
(TenedoH gorkeH pabotatb B TOHaNbLHOM pexume, ecnv TenedoH pabotaeT B nynbce,
HabepuTe * nepeq Habopom KomBuHaLmK).

4. MNaponb no ymonyaHuo «adminy.

5. OTkpbiBaem Bknagky Profile 1 n 3anonHaem cnegytouime nons:



Grandstream Device Configuration

Basic Configuration:
Profile Active: ' No @ Yes
lPrimary SIP Server:l voip.uiscom.ru:9060 (e.g., sip.mycompany.com, or IP address)
Failover SIP Server: (Optional, used when primary server no response)
Prefer Primary SIP Server: ‘0" No O Yes (yes-will register to Pnmary Server if Failover registration
expires)

Outbound Proxy: (e.g., proxy.myprovider.com, or IP address, if any)

SIP Transport: @ UDP o TCP ) TLS (default is UDP)

NAT Traversal: @ No ) No, but send keep-alive ) STUN ) UPnP

Advance Configuration:
DNS Mode: © A Record ~ SRV NAPTR/SRV
TEL URI: Disabled ~
SIP Registration: | ©) No  ® Yes
Unregister On Reboot: | ©) No  ©® Yes
Outgoing Call without Registration: @ No ) Yes
Register Expiration: 60 (in minutes. default 1 hour, max 435 days)

DTMF Payload Tipe: 101

Preferred DTMF method: | Priority 1:  SIPINFO ~
(in listed order) | Priority 2: RFC2833 ~
Prionty 3:  In-audio ~

Disable DTMF Negotiation: @ No (negotiate with peer) Yes (use above DTMF order without negotiation)

Send Hook Flash Event: ® No ' Yes (Hook Flash will be sent as a DTMF event if set to Yes)
Enable Call Features: @ No ' Yes (if Yes, call features using star codes will be supported locally)
Proxy-Require:
Use NAT IP: (used in SIP/SDP message if specified)
Use SIP User-Agent Header:
Ring Timeout: 60 (10-300, default 1s 60 seconds)
Hunting Group Ring Timeout: 20 (5-300, default 1s 20 seconds)
Hunting Group Tipe: @ Linear ' Parallel Shared Line
Delayed Call Forward Wait Time: 20 (Allowed range 1-120, in seconds.)
No Key Entry Timeout: 4 (1n seconds, default 1s 4 seconds)
Early Dial: & No ) Yes (use "Yes" only if proxy supports 484 response)
Dial Plan Prefix: (this prefix string 1s added to each dialed number)

Use # as Dial Key: No ® Yes (if setto Yes, "#" will function as the "(Re-)Dial" key)
Dial Plan:  {x+]"x+|*0¢x+}
SUBSCRIBE for MWI: @ No, do not send SUBSCRIBE for Message Waiting Indication
Yes, send peniodical SUBSCRIBE for Message Waiting Indication

Send Anomymous: @ No ©) Yes (caller ID will be blocked if set to Yes)
Disable Call-Waiting: No @ Yes
Disable Call-Waiting Caller ID: | ©° No © Yes
Disable Reminder Ring for On-Hold Call: ® No © Yes
Anonymous Call Rejection: @ No © Yes




Enable 100rel: ® No ) Yes
Add Auth Header On Initial REGISTER: ® No © Yes

Codec Configuration:

Preferred Vocoder: |choice 1: PCMA ~

(in listed order) | choice 2: PCMU ~
choice3: G729 ~
choiced: G723 ~
choice 5: G726-32 ~
choice 6: iLBC v
VAD: | ® No Yes

Jitter Buffer Tipe: ) Fixed © Adaptive
Jitter Buffer Length: ) Low Medium @ High
SRTP Mode: © Disabled Enabled but not forced Enabled and forced

G723 Rate: ® 6.3kbps encoding rate 5.3kbps encoding rate
Use First Matching Vocoder in 2000K ® No Ve
SDP:
iLBC Frame Size: ® 20ms 30ms
iLBC Payload Type: 97 (between 96 and 127, default 1s 97)
Voice Frames per Packet: 2 (up to 10/20/32/64 for G711/G726/G723/other codecs respectively)

[SimmericRTP:] © No @ Yes
| Update | | Cancel | | Reboot |
L AiRghtsRmerved Grandstresm Networks Inc.206@M4 ]

6. Nocne BHeceHns BCex M3aMeHeHn Haxnmaem «Updatey.

7. OTkpbiBaem Bkragky HANDSETS.

Grandstream Device Configuration
Repeater Support: @ Disabled () Enabled
Handset 1:

| PageHandset | | Desubscribe Handset |

|Enab1¢ Hand:ct:l & No @ Yes

Hunting Group: None ~

SIP User ID: | Sip login (the user part of an SIP address)
Authenticate ID: | sip login (can be 1dentical to or different from SIP User ID)
Authenticate Password: | Sip password (purposely not displayed for security protection)
Name: | Sip login (optional, e.g., John Doe)
Profile: Profilel ~
Handset 2:
| PageHandset | | Desubscribe Handset |
Enable Handset: ' No @ Yes
Hunting Group: None ~
SIP User ID: (the user part of an SIP address)
Authenticate ID: (can be identical to or different from SIP User ID)
Authenticate Password: (purposely not displayed for security protection)
Name: (optional, e.g., John Doe)

Profile: Profile1 ~

8. Haxxnmaem «Update», nocne yero yctponctso notpebyeT nepesarpy3kn. Haxumaem
«Reboot».



9. HacTtporika 3aBepLueHa.



